
Codecs
ADPCM
CELT (pass through)

G.711 (A-Law& μ-Law)
G.719 (pass through)

G.722
G.722.1
G.722.1 Annex C
G.723.1 (pass through)

G.726
G.729a
GSM
iLBC
Linear
LPC-10
Speex
SILK

VoIP Protocols
SIP (Session Initiation Protocol)

Google Talk
Skype for Business

Traditional Protocols
E&M
E&MWink
Feature GroupD
FXS
FXO
GR-303
Loopstart
Groundstart
Kewlstart
MF andDTMF support

ISDN Protocols
AT&T 4ESS
EuroISDNPRI and BRI
Lucent 5ESS
National ISDN 1
National ISDN 2
NFAS
Nortel DMS100
Q.SIG

Voice Carrier is constantly innovating more
powerful ways for business to connect, at a
much lower cost.

Call us today to learn more at 855-456-8657

sales@voicecarrier.com | 855-456-8647 | www.voicecarrier.com
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ADVANTAGES

Native PRI/T1, analog, or SIP handoff

Utilizes your existing hardware

Easy, fully supported installation

Maintained remotely

40-60% cost reductions

Local and long distance included

Advanced IP capabilities

One inbox for voicemail and email

Built-in disaster recovery with
intelligent automatic failover

Unlimited conference lines

Optimized SIP pooling

No costly leased lines

One unified global phone system

Centrally connect workforce

Transform premise-based PBX

Unlimited US-based support

Voice Carrier | DATASHEET

Easily transform any analog phone system into a powerful
IP hosted platform, without eliminating legacy PBX equipment.


